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Standard.

The Alliance for Telecommunication Industry Solutions (ATIS) serves the public through improved understanding between
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such matters for submission to U.S. ITU-T and U.S. ITU-R Study Groups or other standards organizations, aad 1 views for
acceptability or per contra the positions of other countries in related standards development and takes or .~coi mends
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American National Standard for Telecommunications —

IP Network-to-Network Interface (NNI) Standard for VolP

SUMMARY

This document defines a standard approach to support IP-IP interconnection for VoIP betwee.: carriers.

1 Scope, PURPOSE, AND APPLICATION

This standard defines the IP Network-to -Network Interface (NNI) for Vour™}etween carriers. It
addresses the need for a standard interface as telecom networks migrate the 1 'NI rom TDM circuit-
switched to IP. The focus of this standard is to support VoIP. This standa:d delies:

Interconnection architecture;

SIP call/session control signaling;

Signaling and media transport;

Quality of Service (QoS);

Association between call control and media con rol; and

L4
¢
¢
L4
¢
¢ Mandatory SIP URISs to be Supported.

There is also an informative annex on iterrs ‘or ¢onsideration in SLAs.
The following related topics are not d=tirea in this document:

Call Routing;

¢

¢ Security;
¢ Session Border Coriunller Functions; or
¢

Call Admission Cou.‘rol and Traffic Management.

Figure 1 illustrate: the relationship of this document to other related IP-NNI documents.
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